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Abstract

We investigate the downlink multi-user MIMO (MU-MIMO) sctieling problem in the presence of
imperfect Channel State Information at the transmitterl{@$at comprises of coarse and current CSIT
as well as finer but delayed CSIT. This scheduling problemh&racterized by an intricate ‘exploitation
- exploration tradeoff’ between scheduling the users basedurrent CSIT for immediate gains, and
scheduling them to obtain finer albeit delayed CSIT and gty larger future gains. We solve this
scheduling problem by formulating a frame based joint salied and feedback approach, where in each
frame a policy is obtained as the solution to a Markov Decidtvocess. We prove that our proposed
approach can be made arbitrarily close to the optimal and tfemonstrate its significant gains over
conventional MU-MIMO scheduling.
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. INTRODUCTION

Multiple Input Multiple Output (MIMO) technology is esséait for the emerging 4G-LTE wireless
communication systems. In the downlink of such a systemgchvitypically has several active users,
multiple antennas enable simultaneous transmissions tpleuwisers by allowing the transmitter (base-
station) to transmit (along directions in a signal spaceaimanner which ensures that each user can
receive its intended signal along at-least one interfexdree dimension (a.k.a. the Multi-user MIMO
principle) [1]. The number of active users is generally ¢ggeghan the maximum supportable number of
simultaneous transmissions, which in turn is equal to thalmer of transmit antennas at the base-station
(BS). Consequently, only a subset of users can be selectaldMU-MIMO transmission and hence
proper user scheduling is important to achieve a desiredarktutility (e.g., throughput, fairness).

The usual assumption made in existing literature on MU-MIgheduling is that the BS can obtain
the channel state information from all users with sufficiasturacy and with negligible delay. Such
information, referred to as the Channel State Informatibtha Transmitter (CSIT), is crucial to ensure
that each scheduled user is not dominated by co-channefeirgace. Typically, the BS obtains CSIT
by broadcasting a sequence of pilot symbols, and the usewrirestimate their CSI and feedback their
guantized estimates to the BS. This feedback process imtestwo sources of imperfections to the CSIT.
(1) Estimation and quantization errors (due to limitedrtiag and finite codebooks); (2) Delays (due to
user processing speeds and less flexible scheduling on dadbdek channel).The impact of erroneous
CSIT on MU-MIMO performance has been analyzed[ih [2] anditytinaximization for MU-MIMO
with erroneous CSIT has been considered[in [4]. Delay in ti#TChas hitherto been addressed by
using prediction based approaches but their drawback tistiiey have to assume a model for channel
evolution, which is significantly difficult to obtain in price and they also require the delay to be small
enough to allow for useful prediction.

For the scenario where the number of users is small enoughaauser scheduling is unnecessary,
referred to here as the static scenario, Maddah-Ali and Tepgsed a scheme, namely the MAT scheme
[5], that utilizes CSIT that is error-free albeit complgtelutdated. Their seminal work revealed that the
outdated CSI is an important resource that, when combindid the eavesdropped information at the
users, can provide a considerable performance gain in tefrdegrees of freedom. Recently, the MAT
scheme was extended (for the static scenario) to the hyl#id €Case by also incorporating coarse and
current CSIT[[6] to obtain further system gains. Howevethe ubiquitous setting where user scheduling
is important, such hybrid CSIT needs to be exploited wisdhges it is costly to obtain even delayed
but error-free CSI feedbackom all usersfor making the scheduling decisions. Indeed, the problem is
quite different and more challenging than the static caserdcheduling for the MAT scheme has been
considered in[[3] but their suggested method is akin to thepityapproach discussed later in this paper.

In this paper, we study MU-MIMO downlink scheduling with d CSIT, erroneous as well as
delayed, where the time axis is divided into separate sdimggdintervals. We consider the realistic
scenario where current and coarse CSIT is obtained fromsalisuwhile more accurate (not necessarily



perfect) but delayed CSIT is obtainealy from the scheduled userEhe scheduling problem is hence
characterized by an intricate ‘exploitation - exploratiadeoff’, between scheduling the users based on
current CSIT for immediate gains, and scheduling them taialdtner albeit delayed CSIT and potentially
larger future gains. The contributions of the paper aredisas follows.

e We tackle the aforementioned ‘exploitation - exploratioadeoff’ by formulating a frame based
joint scheduling and feedback approach, where in each franpelicy is obtained as the solution to
a Markov Decision Process (MDP), the latter solution beimgetnined via a state-action frequency
approach[[10][11].

e We consider a general utility function and associate a airgueue with each user that guides
the achieved utility for that user. Based on MDP solutiond simtual queue evolutions, we show that
our proposed frame-based joint scheduling and feedbactoaplp can be made arbitrarily close to the
optimal.

In the following we use(.)”, (.)! for the transpose and conjugate transpose, respectivelyedyer,
[A, B] and [A; B] are used to denote column-wise and row-wise concatenafiomatrices A and B,
respectively/|A|| is used to denote the Frobenius norm of the matix

[I. SYSTEM MODEL AND PROBLEM FORMULATION

We consider the downlink MU-MIMO scheduling problem witheoBase Station (BS) andl users. The
BS is equipped with\/; transmit antennas and employs linear transmit precodiaghkiser is equipped
with a single receive antenna. Time is divided into intesvahd we leth;[k] € ¢>M¢ i =1,... N
denote the channel state vector seen by usarinterval k. In each interval, a subset of users can be
simultaneously scheduled. Further, since each user hgsoomel receive antenna, it can achieve at-most
one degree of freedom (i.e., its average data rate per chaseean scale with SNR dsg(SNR)). On
the other hand, the system can achieve at-miésdegrees of freedom in that the total average system
rate can scale with SNR a¥/; log(SNR). For notational convenience we assume that in each interval
two userscan be simultaneously served, hence limiting the achievajpstem degrees of freedom to 2.
All results can however be extended to the general case witids restriction.

A. Conventional MU-MIMO scheme

Conventional MU-MIMO scheme relies on estimates of the us@mnel states (that are available at
the BS) for the current interval. Indeed, perfect CSIT fog turrent interval enables the BS to transmit
simultaneously to both scheduled users without causirggfarence at either of them. However, in the
absence of perfect CSIT such complete interference sugiprevia transmitter side processing is no
longer possible and when only very coarse estimates for thesrat interval are available, conventional
MU-MIMO breaks down and in-fact becomes inferior to simpiegée-user per interval transmission.
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Fig. 1. lllustration of the scheduling process.

B. Joint Scheduling and Channel Feedback

We consider a joint scheduling and channel feedback schiead®tilds upon a variant of the extended
MAT technique [6]. The extended MAT scheme is recapitulatedppendix=A. Specifically, we assume
that coarse quantized channel state estimates from als fisethe current interval are available to the
BS, along with limited finer albeit outdated quantized chelrstate estimates. In this context we note that
in the FDD downlink only quantized estimates are availabléhe BS and henceforth unless otherwise
mentioned, we will use “estimates” to mean “quantized estés”. The time duration of interest is divided
into intervals with each interval comprising 8fslots each. The three slots are mutually orthogonal time-
bandwidth slices. For convenience, we assume that all $logg in an interval are within the coherence
time and coherence bandwidth window so that the channellsg@ach user remains constant over the
three slots in an interval. At the beginning of th& interval, whose corresponding slots are denoted by
[k, 1], [k, 2] and [k, 3], the scheduler broadcasts a short sequence of pilot syniball the users. This
sequence enables a coarse estimation of the wireless dratreech of theV users, which is fed back
to the BS after quantization and is denoted Biyk] = {h;[k],i = 1,--- N}, whereh;[k] denotes the
coarse channel estimate obtained from usfer interval k. Based on these coarse estimates, along with
its past scheduling and channel state history (formallyodhiced next), the scheduler chooses a pair of
users to schedule in the current interval, where in the ficttaslinear combination of new packets is sent
for the selected user pair. Data transmission to the selater pair in the current interval also contains
additional pilots that enable a finer estimation of the clehsiates seen by that user pair over the current
interval. Note that such finer estimation is crucial for ddttection. However, due to user processing
and feedback delays, we assume that (quantized versiossic)finer estimates are not available to the
BS during the current interval itself. Because of this coaist, instead of performing the transmissions
in slots2 and3 for interference resolution for the packets sent in Slot thef current interval, as would
be done in the extended MAT scheme [6], the BS performs trassoms for interference resolution for
packets sent in Slot 1 dhe prior most recent intervaivhen the selected user pair was scheduled. The
scheduling model is illustrated in Figl 1.

As mentioned above the scheduler obtains a finer estimatbeo€tiannel states seen by a user pair
on the interval in which they are scheduled, at the end of inhmrvaIEILet 0 = (u1,uq, k) represent

Arbitrary delays in obtaining such finer estimates are atsositlered later in the paper.



the 3—tuple denoting the scheduling decision made for the cuilréatval & such thatu;, us denote the
selected user pair angl denotes the index of the prior most recent interval over Wwtiltat pair was
scheduled. We lel'[k] be the collection of the most recently obtained finer chamsémates at the BS
for each of the user pairs and their corresponding intemvdilces, at the start of interval Thus, the set
T[] takes the form[k] = {(Ry[ki ], hjlrij], ki), 1 < i < j < N}, where(h;[x; ], hjlri;]) denote
the finer estimates for mterv&dm andk; ; denotes the index of the prior recent-most interval on which
pair 7, j was scheduled. At the end of that interval (equivalentlyhat start of intervalk + 1) the set
I'[k 4 1] is obtained by first setting it equal [k] and then updating th@—tuple corresponding to the
pair (u1, us) selected in intervak to (hy, [k], P, [k], k).

The set of user channel states are assumed to be i.i.d. dotesgls and the channel states of any
two distinct users are assumed to be mutually independevenG particular initial rough estimates of
the channel states of the user pair selected in intetydh.,, [k], h,[k]), the distribution of the finer
channel estimates in the same interval is described by thditbmnal distribution

v v ~ ~

P(h, [K], b, [F] P, (K], P, [R]) (1)

where the conditional probability depends on the types &fnclel estimators, quantization, training

times and powers, etc. We I€t,.rsc (Crne) denote the finite sets or codebooks of vectors from which
all coarse (fine) estimates are selected. [Cef..sc| and |Cane| denote their respective cardinalities and

clearly |Cane| = [Cooarsel-

C. Expected Transmission Rates (Rewards)

During the current intervat, formed by slotgk, 1], [k, 2] & [k, 3], once a pair of users is selected, the
scheduler specifies transmit precoding matrices or vedtorsach slot in the interval.

1) Slotl: For slot1, the overall transmit precoding matrix is denoted by thermdW,,, [k], W, [k]],
where W, [k], W, [k] € CM>2 Let @, [k] = Wy, [k]su[k], Tu,[k] = W.,[k]s.,[k], where
Su, K], su, [k] denote the x 1 symbol vectors containing symbols formed using the new gesciktended
for useru; andus, respectively, and wherg[s,, [k]s!, [k] = I, i € {1,2}. Then, the signal transmitted
in slot-1 isx,, [k] + x.,[k] SO that the received signals at both users are

Yu, [k, 1]
Yus [k, 1]

Note that the allocated transmission power for scheduled usis the norm||W,, [k]||?>. We assume

ho, (k] (@u, [F] + Tu, [K]) + 1o, [, 1], (@)
By [K] (o, [F] 4 @, [K]) 4 1y [, 1) ®3)

that the maximum average (per-slot) transmission powegéudt the BS isP. Thus, the corresponding
power constraint ig|W,, [k]||? + |[W,[k]||*> < P. Notice that the precoding matri¥’,, [k], W, [k]]
seeks to facilitate the transmission of new packets to usgendu, and thus must be designed based
on the available coarse estimatés,, [k], h.,[k]), since the corresponding finer estimates for that interval
are not yet available to the scheduler. Accordingly, we aesthat this precoding matrix can be obtained



as the output of any arbitrary but fixed (time-invariant) mieg from Ceoarse X Ceoarse 10 €M% when
the coarse estimaté#,,, [k], h.,[k]) are given as an input. Note that assuming the mapping to be fixe
is well suited to systems where the so-called “precodedgjilare not available so that the choice of
precoders needs to be signalled to the scheduled users. @ iite@ping (which is equivalent to one
codebook of transmit precoders) then allows for efficieghaling.

2) Slot2: In slot2 of the interval, an interference resolving packet for a peggrevious transmission
involving users(uy, uz), sentin intervak < k, is transmitted. In particular, the transmitted signalteec
over the; antennas is

Z[k‘, 2] (}JLUI [K’] Wu2 [I{]suz [K’] )7
Ty K]

where z[k, 2] € €*! is a precoding vector. Note that,, [r]z,,[x] is a scalar, so the average power

v o 2
constraintE[]| z[k, 2] hu, [z, [#]]|2] < P can also be written az[k, 2] ( b, [K] W, [K]H < P. The
received signals in sld at both users are therefore

yul [k7 2] = hul [k]Z[k, 2] (’V”ul [FL]$U2 [’%]) + n?h [k7 2] (4)
yuz [k7 2] = huz [k]Z[k, 2] (ﬁul [FL]$U2 ["i]) + nuz [k7 2] (5)
3) Slot3: In slot 3 of the interval, similarly, the transmitted signal is
zlk, 3) (B, [K] W, [K] 4, 1] ).
(%]

v 2
so that the power constraint & [k, 3]|| ‘ b, [K]W, MH < P. The received signals in sl@t at both

users are therefore

Yo [k, 3] = b, [K]2 [k, 3] (P, [K]20, [K]) + 104, K, 3] (6)
Yur [k, 3] = R, [K]2 [k, 3] (Ruy [K] o, [K]) + 1, [, 3]. (7)

Notice that the precoding vectors(k, 2], z[k,3] seek to facilitate the completion of a pending
transmission to users; and us and thus must be designed based on the available coarseatestim
(hy, k], hy,[K]), as well as the available estimates for intervalwhich are (h,[x], hu,[x]) and
(hu, [K], b, [K]). Accordingly, we assume that these two vectors can be afaérs the output of an
arbitrary but fixed mapping frongZ . x C% ... to CM*2_ An example of mapping rules to obtain the
precoding matrices and vectors is given later in the sediosimulation results.

Next, in order to compute the average rates (rewards) wenasdhat the channel state vectors
h,,[k], hy, [k] are known perfectly to uset;,i € {1,2} (each user of course also knows the quantized
estimates it has fed back to the base-station). In additiserw; (u2) is also conveyed the finer estimate

hu, k], (hy, [k]) via feed-forward signaling before the start of interialFor simplicity, the feedback and



feedforward signaling overheads are ignored in this woitkerT; by the end of sla, from 2), (4) and
(), at useru;, we have

] = 2 = e
+(h’u1 ["i] - ’V,’ul [’%])w[uz [K]:]
Ny, |k, 2
Tl 1] = AT
Yu, [k, 3] = (hu, [K]2[k, 3]) B, [K] T, [£] + 1, [k, 3], (8)
8uy [¥]

where the additive noise variables,, [k, 1], n,, [k, 2], ny, [k, 3] are i.i.d. circularly symmetric complex
Gaussian variables with zero-mean and unit variafi8&(0, 1). Notice that the interference terth,,, [x]—
hu, [k])2y, <] is independent of the desired signal as well as the additbisen Letting by, ™" [k] =
h., [K] — by, [K], the noise plus interference covariance for usgrdenoted byl',,, [k], is therefore

Lt [|hGr (8IWo, [K]1° + ez 0]
0 1

v

Define G, [k] = [hu] (K] W, [K]; Ou, (K] R, [K] W, [m]] and note thatG,, [k] € C**%. Further, let
HS ((uy,ug), (5, k) = {Pu, [K], Py [K], g, [K], B, [K], P, [K], By [K]} denote the set of channel state
information at the scheduler for user pair, uy over intervalss, k. Then, using[(8) the instantaneous
information rate, denoted a§, [k] is given by

K] = 5 log | T+ T2 G, MG, ] ©)

where the fractionl /3 is to account for the fact that three slots are needed to roltkés rate. Then,
(an optimistic value for) the average information rate tban be achieved via rateless coding (cf. [9]) is
given by

RPY] = E [L,[k] | H® ((u1, ug), (K, k))] . (10)
A more conservative rate that is appropriate for convemti@moding, denoted ag;>"" k|, is given by

T‘Qﬂ“ (1 — Pr (Iul[k?] < T‘Qﬂ“ | HCSi((ul,uQ), (Ii, ]{7)))) s (11)

wherery ,,, denotes the rate assigned (using any fixed mapping) towser ¢ before transmission of
new packets for the paifu;, us) in interval x, based on the available coarse estimaiggx], b, [«].
The rates corresponding to {10) @r{11) can be derived in daimanner for usets.

Note that in deriving the average rate [n(10) brl(11) we hassumed a simple albeit sub-optimal
filtering at the user to suppress the interference from thastmission intended for the co-scheduled
user. For completeness, we provide the average rate eigmedsr the case when the user employs the
optimal linear filter and for brevity we only consider the ibpistic rate for usern;. Towards this end,
we collect the observations received by useras



yu] [ ’ 2] - Ful [k]wul [H] + Ful [k]$U2 [H] + nul [k, 2] )
Yu, [k, 3] N, k4 3
where
hu1 [’{] B hu1 ["{]
Fy, k] = JFu[k] = | ho, [k]2[F, 2) R, 4]
8oy [K] oo, [K] 0

For this model, we can determine the instantaneous inféomaate that can be achieved via optimal fil-
tering using[(®) but where whe@,, [k] = I+ F,, [k|W.,, [s|Wi, [k|Fi, [k] andG., [k] = F,, [k]W,,, [x].
The average information rate can then determined as befing (i10).

We assume that either conventional coding is employed farsalrs or rateless coding is employed and
accordingly letR,,. [k], 1 < < 2 denote the average rate, henceforth referred to also aethees rate,
obtained over intervat. We also note here that the scheduling scheme (policy) isepied by an initial
set-up phase comprising & (IV — 1)/2 intervals in which new packets are transmitted successieel
each user pair without any accompanying interference uéisol packets. For notational convenience, we
assume that the scheduling policy starts operating fromnmt with index0 using the initial sef’[0]
determined by the set-up phase.

D. Incorporating one-shot transmissions and feedbackydela

We first consider the case of one-shot transmissions. Tolewale-shot transmission of packets to any
pair in any intervak, we define an actiofi in whichuy, us is the pair butk = ¢ to capture the fact that the
intended transmission is one-shot and hence does not seegdive any pending previous transmission.
Then, in all three slots of that interval transmission is @@s in conventional MU-MIMO relying only
on the available current estimatégk]. In particular, a transmit precodéw,, [k], w,,[k] € €M% is
formed based ofh,, [k], h.,[k]} using a technique such as zero-forcing [8]. Definifgge—shot (k] =
log (1 + |hy, [klwy, [K][*/(1 + |hy, [klw., [k]|?)), the corresponding average rates obtained for user
(similarly for userus) are given by

B (1700 k] | b (4], (12)

>

N

&
| IS

or

T (1 —Pr (Ig?o_ShOt (k] < 79.u,

In addition at the end of intervai, we simply sef’[k+ 1] = I'[k] since no pending packets are completed
or introduced.



Recall that so far we have assumed that upon choosing agtion interval &, the finer estimates
., [K], b, [k] are available at the start of interviak- 1 (representing a unit delay). In practical systems
there can be a delay of several intervals in obtaining suddr fastimates. Assuming that these delays
are fixed and known in advance, they can be accommodated ndixg the definition of a state.
In particular, we can defing—tuples such agi, j, ~; j,d; ;) whered; ; > 0 measures the remaining
delay after which finer estimatds [, ;], h;[r: ;] will be available. At any intervak selecting the action
(4,4, ki j, d; ) with d; ; > 0 (d; ; = 0) constrains the interference resolution to be based onthewoarse
estimatesh; [k j, hj[ri ], hi[k], h;[k] (on both coarse and fine estimatBE™'((i, 5), (ki j, k))). Upon
selecting this action thé—tuple inT'[k + 1] corresponding to the pair j is set to be(i, j, k,d; j = D; ;)
whereD; ; is the maximum delay (starting from+ 1) after which the finer estimates will be available. If
that action is not selected, it is updatedifk + 1] as (i, j, x; j, d; ; = max{0,d; ; — 1}). For convenience
in exposition the aforementioned two extensions are nosidened below.

E. System State and Throughput Region

Define the system state at the start of an intefvals S[j] = {I'[j], H[j]} and letd[j] denote the
decision (action) taken in that interval. Then, at eachrirdiek, a scheduling policy) takes as input
all the history up-to intervak, comprising of state§.S[j ] _o and all decisiong§]j ]}J —» to output a
decisiond[k]. Under a particular policy), the throughput of the!” user is denoted as

r¥ = Hn—ZE (23)

J—oo J

where RY[t] = R,[t]1(n € 6]t]) and the expectation is over the initial state and the evmiutf the
states and decisions in the subsequent intervals. Notarth@f) for simplicity we have assumed that
the limit exists for the selected policy. In case the limiedaot exist, we can consider any sub-sequence
for which the limit exists. Let¥ be the set of all policies. The throughput region that is ¢éliest to

us is defined as the closure of the convex hull of the throughectors achievable under all policies in
v, ie.,

A=CH{r:Ie¥® s.t.,r:rw},

whereC'H{-} denotes closure of the convex hull. For each throughpubvegtwe obtain a utility value
U(r), whereU(-) is the non-negative component-wise non-decreasing ancawerutility function. For
convenience, we also assume that the utility is continuand fience uniformly continuous) in the closed
hypercubel0, bV for each finiteb € IR, . The objective then is to maximize the network utility withi
the throughput region, i.emaxy..cp U (7).

I11. OPTIMAL FRAME-BASED SCHEDULING POLICY

In this section, we propose a frame based policy that achiaudility arbitrarily close to the optimal.
In this policy, the time intervals are further grouped ingparate frames, where each frame consists of



T consecutive intervals. The scheduling decisions in eadrare based on a set of virtual queues that
guide the achieved system utility towards optimal, as d@ethext.

A. Virtual Queue and Virtual Arrival Process

To control the achieved utilities of different users, awat queue is maintained for each user, denoted

as Qn[k]ak = 0,17-.- & n = 17 ’N_ At the beginning of therth frame Comprising of intervals
(+T,--- ,(r + 1)T — 1}, wherer € {0,1,2,---}, the following optimization problem is solved at the
scheduler
N
modigx LV Ulr) - 1; Qu[rT]rn, (14)

wherery.x, V' are positive constants that can be freely chosen and whissevilb be revealed later. We
let »*[7] be the optimal solution to the above problem. Then, the airarrival rate for usem is set
asr[r] in each interval in the"" frame. A scheduling poIicy;bZ?[TT}, is determined and implemented
based on the virtual queue leng€l[~7] obtained at the beginning of that frame. Lettimszlla[*T] (k]
denote the service rate of userin each interval in the 7t frame under this policy, the virtual queue
is then updated as

Qulk+1] = (Qulk) — RYw) " 4 il (15)

forall 77 < k < (7 +1)T — 1 and each user and where(z)™ = max{0, z} with Q,,[0] = 0 for all n.

B. State-action frequency approach

We now determine the poIiC)I/*Q[TT] employed in thert” frame. Notice that while the definition of
the system state adopted thus far allows us to compactlyidesany policy, one associated drawback is
that the number of states becomes countably infinite. Fatély there is one aspect that we can exploit.
Note that the average rates obtained upon scheduling a paisessi,j on any intervalk depends
only on the corresponding coarse and fine channel estimatederval «; ; (which we recall denotes
the prior recent-most interval over which that pair was stthed) and the coarse channel estimates in
interval £ but not on those interval indices. Then, to analyze the aeerates offered by any policy,
it suffices to define a finite set of state$, as follows. A states € S is defined as a particular choice
hf’ﬁ“e,h?’ﬁ“e,hf’warse,h?’coarse,hj’warse,hj’mrse of coarse and fine channel estimates for each pair
1,7, where the superscripis ¢ denote past and current estimates, respectively. Constiyubere are
S| = (IChine|*|Ceonrse|*) BEa |Ceoarse|Y NUMber of states. Note that a staté] in the previous definition
would map to state € S which has the choic&; s, ;], h;j[ri ], hilki ], hj[ki ], hilk], hj[k] for each

pair 7, j. A finite set of actions A, is defined next to be the collection of all possible usergad that
anya € A uniquely identifies a user pair. LGH(§|§’,Q) denote the transition probability, which we note
can be determined usinfl (1) and the facts that the finer péistages of pairs not i do not change
and the current coarse estimates are i.i.d. across ingervattingP(A) define the set of all probability



distributions onA, any policy can be defined as a mapping which at each intértales as input all the
history up-to intervak, comprising of state$§[j]}§:’:0 and all action‘{g[j]}?;é, to output a distribution
in P[.A] from which the actioru[k] can be generated. A stationary policy is one which at anyvaté:
considers only the statgk] to output a distribution irfP[.A] and where the output distribution depends
only on the state[k] but not on the interval indek. Under any stationary policy the sequer{sék]}7°
is aMarkov Chain
With these definitions in hand, we Iét, (s, a) denote the achieved transmission rate for userhen

actiong is taken and the system statesiDenote the state action frequencies{bys, a)}secs ac.4, Where
we note that eachi(s, a) lies in the unit interval0, 1] and represents the frequency that the system state
is ats and actiona is taken. The state action frequencies need to satisfy th@alization equation

> a(s,a) =1,

5,a
and the balance equation

Y a(s,a) = P(s|s, a)a(s, a).

a

The above two equations form a state-action polytdpeand letx denote any vector of state action
frequencies lying inX. We next define a rate region as

A={R:R,=> > Ru(s,a)z(s,a), Vn&kzc X}. (16)

Then, given the virtual queue length= Q[77T] we consider the following linear program (LP),

max Z qTR(ﬁ, a)z(s,a)

s,a

We usex* to denote an optimal solution to the linear program and delRhe= [R7, - - - , R/]7, where

Using the Bayesian rule, we can identify the correspondiatijosary policy\IJ*Q[TT}, which at any interval
k in the 7" frame first maps the statg/k] to its counterpart € S. Then, if ", 2*(s,a’) > 0, it chooses
actiona using the probabilistic rule )
z*(s,a)
dow TH(s, )
On the other hand, ify_, z*(s,a’) = 0, it chooses actior arbitrarily. Let R™me[k] +T < k <
(t+1)T —1, denote the service rate vectors obtained under this ptdicihe intervals in ther*” frame.

P(pick a at states) = VaceA

We list the following results which can be obtained usingsthahat have been derived before for
weakly communicating Markov Decision Processes [L0],[11]



Lemma 1. The regionA defined in[{(IB) is identical to the regiohdefined in[{IB). Further, for each frame
7 and any giverQ[rT], an optimal solution to the LP i_.(17) can be found for which torresponding
policy \II*Q[TT} is also deterministic.

Henceforth, we assumé*Q[TT] to be also deterministic.

Lemma 2. For arbitrarily fixed § > 0 there exists a large enough frame lendth and constantsy, 5
such that for each frame length > 7, and all Q[T

1 T-1
Pr ( - (Z RframC[TT+j]> ~R||>6 Q[TT])

< yexp(—pT). (19)

C. Optimality of the frame-based policy

Define Lyapunov functior(Q[7T]) = %ij:l Q2[rT). Then theT-step average Lyapunov drift is
expressed as

Ar(Q[rT]) = %E [L(QI(m + 1)T)) = LQ[rT]) | QI=T1],

where the expectation is over the initial states at intemwAlinduced by the policies adopted in the
previous frames and the evolution of the states and desisiothe " frame under the policylla[TT].
Ouir first result is the following.

Proposition 1. For any givere > 0, there exists a frame lengfh}, such that for all frame length® > T,
the T-step average Lyapunov drift can be bounded as

N N
Ar(QFT)) < BT = 3 QulrTIR, + 3 QulrTIril7), (20)
n=1 n=1
where B is a constant and®? = [Ry,--- , Ry]? is any vector such thaR + €1 € A.
Proof: Proved in AppendiX-B. [ |
opt

Consider thec-interior of A, i.e., Ac = {R : R+ €1 € A}. Denoter,”" as the optimal value of the
following optimization problem.

max U(r)

st reA;r =< rmaxl.
Our main result is the following.

Theorem 1. For any givene > 0, there exists &, such that for all frame length¥’ > T,

J—1
. 1 h
- rame > opty _ g
lim inf U (J ;ZOE [R [t]]) > U(rPY) — BT/V



Proof: Proof Sketch in AppendikdC. [ |

Thus, by choosing, framelengthl” and parameter¥, .. appropriately, our frame based policy can
be made arbitrarily close to optimal.

For comparison we will use the conventional MU-MIMO schewdgldescribed in Section 1[3A. In
addition, we also use the followingyopicpolicy. This policy operates in a manner similar to the frame
based policy but with the following important differenc&sstly, the frame-length is set &= 1 so that
the arrival rates are computed at the start of each intenaltlae virtual queues are updated at the end of
that interval. Then, at each interviathe current stat&[k] is mapped to its image € S. Considering the
queue lengthy = Q[k], the actiona = arg max,c 4 g7 R(s,a) is selected. Clearly, this policy does not
consider the transition probabilities (and the possibterti evolutions) at all while deciding an action.
Nevertheless, as seen in the following section, this pdhiceed offers a competitive performance.

IV. SIMULATION RESULTS

We consider a narrowband downlink with four single-antennars that are served by a BS equipped
with four transmit antennas. All users are assumed to egpeei an identical (large scale fading) pathloss
factord and thus see an identical average SNR, which models thegathgsienario in which all users are
equidistant from the BS. Further, we model the small-scatiniy seen by each user as Rayleigh fading
so the channel response vector of each user is assumed ta.ilhv@\ (0, §?) elements. Consequently
the normalized channel response vector (i.e., channettiirg is isotropically distributed in@**!.
Moreover, the channel response vectors evolve indepelydmrbss intervals and are independent across
users. In the following simulations, each user quantizestiannel norm and channel direction separately.
In particular, the channel norm is quantized using a scalantjizer which for simplicity we assume to
be identical for both fine and coarse estimates. On the othrd,hto quantize the channel direction,
in order to obtain the finer estimate, the quantization cod&hused comprises of a set independently
generated instances of isotropic vectorglif‘! (a.k.a. random vector codebook), where we note that for
large codebook sizes random vector codebooks have beemgsbdye a good choice for both SU-MIMO
and conventional MU-MIMO. The quantization of the channiedction to obtain the coarser estimate is
accomplished using Grasmannian codebooks.

Before offering our results, we consider an intertahnd decisiord and describe the mapping rules
alluded to in Sectioh II-C. We determine a good directio®.{i.unit-norm beamforming vector) for
multicasting using the alternating optimization basedtimast beamforming design algorithin [12] that
takes only the coarse estimatkg, [k] and h,, [k] as inputs and seﬁ% and % to be equal to
this direction. The precoding matriW,,, [«] is obtained by extending the naive zero-forcing design of
conventional MU-MIMO to the model in({8). In particular attémval ~ the BS naively assumes that
coarse estimatel,, [x], by, ] it has are indeed equal to their respective exact channedsiance their

respective finer estimates). Then, at any future intetvdthe knowledge oft is not assumed during



interval k) when pair(u1,uz) is next scheduled, under the naive assumpfion (8) wouldcetw

yul [k7 2]

Yu, [K, 1] — Fo W2l T ho, [K) @, [K] + N, [K, 1]

Ny [k, 2]
- (h[u1 [k%z[k, 2]) ’
Yu, |5 3 i el (e Ny, [k, 3
(o, 23]y~ Poe 1 5 e 3y @)

To remove dependence ok, all noise covariances are averaged so tHaifl (21) reduces to a
point-to-point MIMO channel with channel matrif,, [«]; h.,[~]] and noise covarianceiag{l +
E[1/|hy, [k)z[k, 2]|?], E[1/|h., [k]2[k,3]|*}. Notice however that due to the power constraints these
expected values in turn depend on the choice of precddérgx|, W, [x]. As a further simplification,
we fix these expected values to be suitable scalars whichedeendined offline. The precod®,,, [ can
now be obtained using the standard point-to-point MIMO pdsr design algorithmi [7]. The precoder
W, [x] is computed in an analogous manner. Finally, the norms ofptkeoding vectors are fixed as
20k, 2l = ey @2k 3] = o

In Fig.[2 we compare the sum rate utility obtained using catiseal MU-MIMO that only uses the
current CSI with that obtained using the myopic scheduliveg uses only the delayed CSI (EMAT with
delayed) and the myopic scheduling that uses the hybrid EBIAT with hybrid), where for the latter
two schemes the average rates are computed assuming bathlttoptimal and the optimal filtering. In
all cases the channel norms were assumed to be perfectiftizpéinvhereas a 2-bit coarse codebook
and 5-bit fine codebook were employed to quantize the chahregtions, respectively. As seen from the
figure, the conventional MU-MIMO gets interference limitadd the policy using the finer albeit delayed
CSI offers significant gains, which are further improved hilizing the hybrid CSI. The improvement
is more marked upon using optimal filtering.

In Fig.[3 we consider the same setup as in the previous figuredwu compare the sum rate utility
obtained using the myopic scheduling that uses the hybritl d&ihg with the optimal filtering, for
different codebook sizes. In particular, in all cases thanctel norms were assumed to be perfectly
guantized and a 2-bit coarse codebook was employed. Fderatit codebook sizes (5, 10, 12, and 16
bits) for the fine codebook were employed and compared alathgtiie case when perfect delayed CSl is
available to the BS. As seen from the figure, to capture them®d multiplexing gains the codebook sizes
must scale sufficiently fast with SNR. We note here that theTNMAd EMAT schemes have been designed
with the goal of achieving degree of freedom improvementseng aligning (confining) interference to a
low dimensional subspace is the paramount concern. Theaslzd gap compared to the perfect delayed
CSI performance observed at a fixed (finite) SNR can be atledizia proper precoder design that is
optimized for a finite SNR. We emphasize that the precodenmopation we undertook to produce these
set of results were limited and adhered fully to the EMAT feawork.

We also compared the sum rates obtained using our propodiegl pod the myopic one, respectively,
for a simpler examples having fewer number of states. We dotlmat for well designed quantization



codebooks, the myopic policy performs very close to thematiframe based policy. This observation
coupled with the fact that the complexity of the myopic pplecales much more benignly with the
system size, makes it well suited to practical implemeotati

V. CONCLUSIONS

We considered the DL MU-MIMO scheduling problem with hyb@SIT and proposed an optimal
frame-based joint scheduling and feedback approach. Tdrerevo important and interesting issues that
are the focus of our current research. The foremost one ipsrta the exceedingly large number of
states that are needed to accommodate practical systeswgizeh makes implementation of the frame
based policy challenging even upon using commercial LPessl\While the sparse nature of these linear
programs can indeed be exploited, an efficient and signifietuction in the number states is necessary.
The second issue is the choice of the precoding matrices actrg. Recall that in this work we have
assumed the choice of precoders to be pre-determined andl flixeeach (state,action) pair. To fully
exploit the precoding gains and the availability of “preeddilots” in future networks, we should relax
this restriction. Finally, we remark that incorporatingaptical considerations such as delay constraints
on scheduling are other important open issues.
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A. Extended MAT scheme

The MAT schemé5] is an interesting tool that has been recently proposeedhkle the problem where
no channel state estimates for the current interval ardablaiat the BS but perfect albeit delayed CSI
is available to the BS. The scheme uses such completelytedt@SIT but still achieves system degrees
of freedom equal tat/3. We recall that in our context MU-MIMO with perfect and cunteCSIT will
achieve 2 system degrees of freedom while single-usermissgn will achieve only one degree of
freedom. In this paper, we will build upon the following emtied MAT scheme 6] that achieves the
same system degrees of freedom as the origihal scheme

The scheme proceeds as follows. Time is divided into unfexmed to as rounds. Two messagesnd
v are to be transmitted, each destined to useand j respectively, where. andv are M; x 1 vectors.
The three rounds are introduced next.

e Round 1: The transmitted signal ig[1] = u + v, the corresponding received signal at usand j
is denoted byy;[1] andy;[1], where

yill] = hi[1](u + v) + n;[1], (22)
y;[1] = h;[1](u + v) + n;[1]. (23)

wheren;[1] denotes the additive noise at usein round 1 and h;[1] € €M denotes the channel
response vector seen by ugen Round1.

e Round 2: The transmitted signal ix[2] = [h;[1]v;0], the received signal for userand j is
respectively

yil2] =hi1[2] - (h[1]v) + n4[2], (24)

Y2 =h;a[2] - (hi[l]v) 4 n[2], (25)

whereh; ;[2] denotes the channel coefficient modeling the propagativmement between usérand
the first transmit antenna at the BS during round

eRound 3: The transmitted signal isc3 = [h;[1]u;0], the received signal for user and j is
respectively

Yil3] = hia[3] - (hj[1]u) + ni[3], (26)

Y331 = hjal3] - (hj[1]u) +ny[3]. (27)

It is assumed that the channel state vectofs], h;[2], h;[3] are estimated perfectly by useat the
start of each respective round. Similarly for ugetn addition, the BS is assumed to know channel state
vectorsh;[¢|, h;[¢] perfectly but only after round for ¢ = 1,2, 3. Further, uset is also conveyed the
channel vectorh;[1] and user; is conveyed the channel vecths[1] before the start of round 3, via
feed-forward signaling.



T-1

2 T-1 +
Qul(r+ )T —1] < <Q”[TT] — D RMCIT + j]) + (Trol7])? + 2T 7] (Qn [FT] =D Ra*™™ [T + j]) (28)

=0 =0

T—-1

Qul(r + DT] = (QnlrT])* < (Z Ry T + J]) + (Trufr])* = 2Qu[rT] (Z Ry™[rT +j] = Tr}, [T]) -(29)

j=0 =0

Therefore, after Round, the i** user can decode messageusing [22), [(24) and((26) as per the
following,

 hia2]
yl[3] = hi,l[?’] . hj[l]u + ’I’LZ[3]

Similarly, after Round3, the j'* user can also decode messageNotice that since the effective
received observations seen by each user after three roamdsecmodeled as the outputs of two linearly
independent equations, each user can achieve two degréeseddm over three rounds to attain system
degrees of freedom equal #9/3.

B. Proof of Propositiof 11
To bound the Lyapunov drift we proceed along the lines_of [Addl first note that

T-1

+
Qn[(T+1DT] < (Qn[TT] — > RYMIT + j]) + T[],

§=0
so that[(ZB) holds, which then yields the bound[inl (29). U{E®) we can bound th&—step Lyapunov
drift as in [30). Then, sinc&*™¢[5], v n, j can be bounded above by a constantafid] < ryax, ¥V n, 7,
we obtain the bound

N
Ar(Q[rT)) < BT+ QulrTlry[7]

n=1

—E (31)

1 - frame
ZQnTT > REET 4 4] | |Q[rT]

7=0

N T-1
AT(@QIFT) < 5= [Z (Z Ripme| T+J]> - Z(Tr [7))?
n=1 \ j=0

N T—1
Q[TT]] - —E [Z (Z Rframe [ 4 j] — Tp¥ m) 'Q[TT]] (30)

j=0



where B is an appropriate large enough constant. The RHE ih (31) eamdnipulated to obtain

N N
Ar(Q[rT)) < BT + Y QulrTIrilr] = Y Qul[rTIR;,

n=1 n=1
N 1 T—1
» [z Qe ( (szame[TM) R;:)
n=1 7=0

where R* = [R%,--- , R%]|T was defined in[{18). Using the Cauchy-Schwartz inequalionglwith the
fact that>" N | Q,[T] > /SN Q2[rT), we can then further upper bound

ar

N N
Ap(QIFT)) < BT + Y QulrTIri[r] = Y QulrTIR;+
n=1 n=1
N 1 T-1
O QulrT)E T (Z Rframe[77 4 j]) — R*|||Q[rT] (32)
n=1 7=0

Invoking LemmdR along with the fact th@* is also bounded above, we can deduce that by choosing
a large enough frame length we can ensure that

1 T-1
T Z Rframo[TT +]] _R*

J=0

E

QIFT]| <« (33)

which when used in(32) yields

N N
Ap(Q[rT)) < BT + Y QulrTIrilr] = Y QulrTI R+

n=1 n;l
€ Z Qn[TT). (34)
n=1

Recall that any vectoR in the e—interior of A satisfiesR < R — ¢1 for someR € A. Then, appealing
to the fact thatzﬁ’:1 Qn[7T)R; is the optimal solution for the LP if_(17) together with Lem@awe
have that

N N
Ap(Q[rT]) < BT + Y QulrTIri[r] = Y QulrT](Ry —€),
n=1 n=1

from which (20) follows.

C. Proof Sketch of Theoremh 1

We leverage some of the techniques usedin [4] but we emph#sit the policies considered inl [4]
were not frame based and Markov decision processes weremmbyed there. Using the result in{20)
(after assuming a large enough framelength) and subtmathie termV U (v*[7]) from both sides, we
first obtain

N N
Ar(Q[rT)) = VU [r]) < BT = Y QulrTIRy + Y QulrTIrilr] = VU (r*[7]). (35)

n=1 n=1



Then recalling that*[7] is the optimal solution ta_(14) we have that for any 0 < v < ryax1

N
Ar(Q[rT]) = VU(r*[r]) < BT = Y Qu[rT|Rn+

n=1
N
> QulrTTv, — VU (v). (36)
n=1

Averaging both sides of (36) with respect {77, we obtain

SEIL(@Q[(r + VT))] - 2 E[L@ET))] - VEW ()] < BT

N N
> EQu[rT|Ry + Y E[Qu[rT]]vn — VU (v). (37)

n=1 n=1

Noting that@,[0] = 0, ¥ n and summing[{37) over =0,1,--- ,t — 1 we get

% Z VE[U | < BTt
N t—1 N t—1
SN EQuF TR + YD ElQulrT v, — tVU (v)
n=17=0 n=171=0

which when combined with the fact thdtE[L(Q[tT])] > 0 yields

N t-1 tl

—ZZEQ”T w—Un) < BT + = ZVE r*[7])]

n=17=0 =0
—VU(v). (38)
Next, choosing anyR € A, andv : 0 < v = R — 01 andwv =< rya1 for somed > 0, and substituting

in 38), we get that
N t-1

—ZZéEQnTT | <BT+- ZVE ~VU(v),

n=17=0
which using the componentwise non-increasing propert;hefdﬂhty function yields

N t—1

- Z > SE[Qu[rT]) < BT + VU (rmaxl) — VU (v), ¥ t. (39)
n=17=0

Then, sinceQ,[7T + j] < Qn[tT] + jrmax, V n,j andU(v) > ¢ > —oo for some constant,
from (39) we can conclude tha} ZnNzl Zj;ol JE[Q,[j]] is also bounded above by a constant for
all J, which proves that all virtual queues are strongly stabldeurthe frame based policy. Letting
AT + 4l =r*7], v0O<j<T-1,7=0,1,---, denote the per-slot virtual arrival rate, from strong
stability of each virtual queue, uniformly bounded arrivates and uniform continuity of the utility



function, we can deduce that

_1 J—1 f ‘
lim inf U 7 E {R rame[]]} : (40)

Finally, settingR = v = r*" in (38), we obtain

1 t—1

;Y VEU (7)) 2 VU (r) — BT, (41)
7=0

which upon invoking the concavity of the utility function érthe linearity of the expectation operator
yields

U (%iE[r*hﬂ) > U(rs8) — BTV “2)
7=0

Notice then that due to the uniform continuity of the utiliynction,lim inf; , U (% Zt;:lo E [r*[T]])
is equal to

1 TJ—-1
lim 1nf U (TJ Z E[A[j]])

j=0
lim inf U li (43)
=tm UL 52
which when used in(42) yields
L -
. . - . opt
lim JIEEOU (J EZO ) U(re®) — BT/V. (44)

Using [44) and[(40) yields the desired result. [ |
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